Amendments to the Claims 

Please amend the claims as follows: 

1 . (Currently Amended) A VoIP system for voice communication over the internet, 

the VoIP system comprising: 

a receiving system in which the receiving system is equipped with a voice data loss detection 
part for calculating a compressed voice data packet loss rate per designated time, using 
compressed voice data packets received over the internet, wherein each voice data packet 
comprises a protocol header with a sequence number a protocol h e ad e r with a s e qu e nc e numb e r 
r e c e iv e d ov e r th e int e rn e t , and a hold time decision-making part for deciding a current hold time 
per designated time using the voice data packet loss rate and generating hold time information 
packets; and 

wherein, a transmission system for providing the compressed voice data packets, being 
equipped with a hold time display part for displaying the hold time based on the hold time 
information packets that are received over the internet. 

2. (Currently Amended) The VoIP system of claim 1 , wherein the hold time 
decision-making part has a first allowable value and a second allowable value lower than the first 
allowable value, and decides the current hold time by comparing the compressed voice data loss 
rate with the first a first allowable value, thus if the compressed voice data packet loss rate is 
larger than the first allowable value, th e pr e vious previous hold time increases by a designated 
time unit. 

3. (Original) The VoIP system of claim 2, wherein the first allowable value is 5%, and 
the designated time unit is 1 second. 

4. (Currently Amended) The VoEP system of claim 2, wherein the hold time 
decision-making part determines a curr e nt the current hold time by decreasing the previous hold 
time by the designated a d e signat e d time unit if the compressed voice data loss rate is lower than 
the second a s e cond allowable value. 
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5. (Original) The VoIP system of claim 4, wherein the second allowable value is 1%, 
and the designated time unit is 1 second. 

6. (Currently Amended) The VoIP system of claim 1 , wherein the hold time 
information packet is formatted to comprise an internet protocol header part, a service identifier 
part A for indicating the hold time information packet, a session ID number part B given to every 
telephone call, and a hold time part C for indicating a waiting time that commands a user th e us e r 
to temporarily stop before staring another sentence during a telephone call. 

7. (Original) The VoIP system of claim 6, wherein the service identifier part A is 4 
bytes, the session ID number part B is 3 bytes, and the hold time part C is 1 byte. 

8. (Original) The VoIP system of claim 7, wherein if the hold time part C is 0000 0000, 
the hold time is 0 second, if the hold time part C is 0000 0001, the hold time is 1 second, if the 
hold time part C is 0000 0010, the hold time is 2 seconds, if the hold time part C is 0000 0100, 
the hold time is 3 seconds, if the hold time part C is 0000 1000, the hold time is 4 second, and if 
the hold time part C is 0001 0000, the hold time is 5 seconds, and the service identifier part A 
being 0000 0000 0000 0000 0000 0000 0000 0000. 

9. (Currently Amended) The VoIP system of claim 2 claim 1 , wherein the 
designated time unit for calculating the packet loss rate is 30 seconds. 

10. (Currently Amended) The VoIP system of claim 1, wherein the voice data loss 
detection part detects that voice th e voic e data loss is occurred as much as an increment if the 
sequence number increases more than 2 units, not increasing 1 unit gradually, while receiving the 
voice data packets. 
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1 1 . (Currently Amended) A method for preventing data loss in a VoIP th e VoIP 
system, the method comprising the steps of: 

transmitting compressed voice data in a form of a packet from a from the transmission 
system to a receiving th e rec e iving system over the internet; 

extracting the compressed voice data from data form the voice data packets received by 
the receiving system, and calculating a designated time unit of a compressed th e compr e ss e d 
voice data packet loss rate; 

deciding a current hold time per designated time unit by comparing the packet loss rate 
with a first allowable value and a second allowable value that is lower than the first allowable 
value in the receiving system; and, 

transmitting a hold th e hold time information packet to the transmission system. 

12. (Currently Amended) The method of claim 1 1 , wh e r e in a st e p is furth e r includ e d 
for further comprising: 

displaying the hold time based on the hold time information received by the transmission 
system through a display means. 

13. (Original) The method of claim 1 1 , wherein the designated time unit is 30 seconds, 
the first allowable value is 5%, and the second allowable value is 1%. 

1 4. (Currently Amended) The method of claim 1 1 , wherein the total number T of the 
voice data packets and the voice data packet loss rate L are calculated applying the following 
algorithm: 

T = M-N 
L = (T-D)/T 

wherein M is a maximum th e maximum sequence number and N is a minimum th e minimum 
sequence number among the voice data packets that are received per designated time unit. 
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1 5 . (Currently Amended) The method of claim 1 1 , wherein the hold time information 
packet is formatted to comprise an internet protocol header part, a service identifier part A for 
indicating the hold time information packet, a session ID number part B given to every telephone 
call, and a hold time part C for indicating a waiting time that commands a user th e us e r to 
temporarily stop before staring another sentence during a telephone call. 

16. (Original) The method of claim 15, wherein the service identifier part A is 4 bytes, 
the session ID number part B is 3 bytes, and the hold time part C is 1 byte. 

1 7. (Original) The method of claim 1 6, wherein if the hold time part C is 0000 0000, the 
hold time is 0 second, if the hold time part C is 0000 0001, the hold time is 1 second, if the hold 
time part C is 0000 0010, the hold time is 2 seconds, if the hold time part C is 0000 0100, the 
hold time is 3 seconds, if the hold time part C is 0000 1000, the hold time is 4 second, and if the 
hold time part C is 0001 0000, the hold time is 5 seconds, and the service identifier part A being 

0000 0000 0000 0000 0000 0000 0000 0000. 

18. (Currently Amended) The method of claim 1 1 , wherein the steps proc e dur e, from 
deciding the curr e nt hold time to transmitting the current hold time information in a packet form 
to the transmission system, comprises the steps of, 

evaluating whether or not the compressed voice data loss rate is higher than the first 
allowable value, 

based on th e abov e e valuation said evaluating whether or not the compressed voice data 
loss rate is higher than the first allowable value , increasing a previous th e previous hold time by 

1 time unit if the compressed voice data loss rate is higher than the first allowable value, 

evaluating whether or not the increased hold time is higher than a designated maximum 
hold time value , 

based on th e above e valuation said evaluating whether or not the increased hold time is 
higher than the designated maximum hold time value , designating the increased hold time to be 
the current hold time if the increased hold time does not exceed the maximum hold time value, 
and designating the maximum value to be the current hold time if the increased hold time 
exceeds the maximum hold time value, 
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generating the hold time information packets based on the designated current hold time, 

and 

transmitting the hol e tim e hold time information packets to the transmission system over 
the internet. 

1 9. (Currently Amended) The method of claim 1 8, wherein the designated maximum 
hold time value is 5 seconds, and a first th e first time unit is 1 second. 

20. (Currently Amended) The method of claim 1 1 , wherein the steps proc e dur e, from 
deciding the curr e nt hold time to transmitting the curr e nt hold time information in a packet form 
to the transmission system, comprises the steps of, 

evaluating whether or not the compressed voice data loss rate is lower than the second 
allowable value, 

based on th e abov e evaluation said evaluating whether or not the compressed voice data 
loss rate is lower than the second allowable value , decreasing a previous th e pr e vious hold time 
by 1 time unit if the compressed voice data loss rate is lower than the second allowable value, 

evaluating whether or not the decreased hold time is lower than a designated minimum 
hold time value , 

based on th e abov e e valuation said evaluating whether or not the decreased hold time is 
lower than a designated minimum hold time value , designating the decreased hold time to be the 
current hold time if the decreased hold time is not lower than the minimum hold time value, and 
designating the minimum value to be the current hold time if the decreased hold time is lower 
than the minimum hold time value, 

generating the hold time information packets based on the designated current hold time, 

and 

transmitting the hold time information packets to the transmission system over the 
internet. 

2 1 . (Currently Amended) The method of claim 20, wherein the designated initial 

minimum value is 0 second, and a first th e first time unit is 1 second. 
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